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SIP-M130

SIP-M130 - Desktop Quick Intercom Terminal

The SIP-M130 desktop intercom terminal is designed for efficient communication. It features a gooseneck microphone 

with LED indicators that clearly pick up sound and reflect call status. A one-touch button enables easy operation. 

The device offers multiple interfaces, including a WAN port, PC port, DC12V power input, and a 3.5mm audio jack, 

meeting diverse connectivity needs. Its aluminum alloy panel is durable and resistant to impact. The panel can be 

customized with customer logos and color options, combining functionality with visual appeal.

Brightening characteristic

Supports 2-way SIP registration: The call button enables quick one-touch calling and hangup, boosting efficiency.

Strong shell: The cover is made of aluminum alloy material to effectively resist the impact of hard objects to prevent 

malicious damage, and it can be kept clean and tidy only by gently wiping.

High compatibility: It compatible with IP PBX on international standard/ soft switches/ IMS sever system.

High security：Protection class IP65 ensures dust and water resistance to increase terminal service life

Anti-noise pickup: The detachable gooseneck mic with LED ensures clear audio and stable call quality, with visual 

status indicators

 Dual Connectivity Options: Bottom ports:  WAN, PC, DC 12V power, and 3.5mm audio jack for flexible installation.

 Customized Design Options：Panel colors customizable to match office environments or corporate branding.

Optional logo decals for enhanced brand identity 

Simple & Practical

Compact size for seamless integration into desktop podiums, optimizing space efficiency. Ideal for real-time voice 

communication in offices, customer service, and other professional environments.

                 Supports Efficient one-key call

              Effective against impact damage

          Strong compatibility with IP PBX/switch/IMS

       IP65 protection class

    Equipped with a lit gooseneck microphone

3W microphone and HD (G.722) HD speaker
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Phone function

• 2 SIP line

• 10 types of built-in ringtones/ 

upload custom ringtones

• Dailing rule 

• Multicast, intercom

• One-key calling

• Blacklist

• Call history: Dialed, received, missed, 

or transferred calls(1200 records in total)

• Action URL & Action URI 

udio characteristicA

• High-fidelity sound quality : 

HD hands-free 

• Broadband codec: G.722

• Narrowband codec: G.711(A/μ), 

G.723.1, G.729AB, G.726, iLBC 

• DTMF: In-band transmission (In-band)

Out-of band transmission (RFC 2833)，

SIP INFO 

• Acoustic Echo Cancellation (AEC)

• Voice Activity Detection (VAD)

• Comfort Noise Generation (CNG)

• Packet Loss Compensation (PLC)

• Background Noise Detection (BNE)  

• Automatic Gain Control (AGC) 

• Dynamic adaptive RTP jitter buffer 

up to 300ms

• Pickup range: 5 metres

Configuration maintenance

• Web configuration

• Automatic deployment: Support 

FTP/TFTP/HTTP/HTTPS/SIP PnP/TR-069

• BIN configuration/ CGF configuration 

export/ import 

• Comtact export/ import

• CSTA remote control

• Network packet capture and diagnosis

• Restore factory setting 

• System firmware upgrade

etwork characteristicsN

• Support IPv4 / IPv6 / IPv4&IPv6 

• IP address allocation mode : Static IP / DHCP 

• Virtual local area network: VLAN 

• Data link layer protocol: CDP / LLDP 

• SIP v1 (RFC2543), v2 (RFC3261) 

• Support  redunant servers

• ICE

• Support STUN (NAT session traversal) 

• Support UDP / TCP / TLS transmission

• Support SRTP encryption protocol 

• SIP trust server (anti- attack mechanism) 

• HTTP/HTTPS 

• TR-069 network management protocol

• SNTP automatically synchronizes network 

dates and times 

• QoS: QoS: 802.1p/Q tagging (VLAN), 

Layer3/ToS/DSCP 

• HTTPS

 Certificate management  

• Support configuration file encryption

• Support information verification mechanism

• RTCP-XR, VQ-RTCPXR 

• OpenVPN, IEEE802.1X 

Phone interfaces

 • 2 x RJ-45 10/100M adaptive 

 (WAN port, PC port)

• DC12V power input interface

• 3.5mm audio jack

roduct specificationP

• Call button indicator: Red light

• The Calling key

• PoE power supply 

• Shell material: aluminum alloy shell, 

  iron bottom shell

• Color: - Cover shell: Silver brushed

(Customizable)

-Bottom shell: black lacquer

• Installation mode: embedded type

• Size: 19cm*11.5cm*4cm

  (length * width * height)

• Power：3W 

• Working humidity：10~95% 

• Working temperature：

-10~50° C (+14~122° F)

Carton package

• Packing list： 

- SIP-M130

- A lit gooseneck microphone

- Four foot pads

- PVC LOGO stickers (Customized)

- Standard Ethernet cable

- Quick start guide 

• Net Weight/box : 

• Gross Weight/box : 

• Color box size:

• Carton size:

• Quantity / box：10 units 

LV Switches Inc. Technical parameter SIP-M130

service@lvswitches.com4th Floor, Building F1, New Light Source Industrial Base, Luocun, Foshan City, Guangdong, China w w w. l v s w i t c h e s . c o m
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